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• Extension module used with GXV3240 & GXP2140
• Features 20 extension keys and 2 arrow keys for page switching
  with bi-color LEDs alongside a large LCD with 320x160 resolution
• Device powered by the host phone
• Up to 4 modules can be cascaded to provide display of up 
  to 160 extensions

• Android OS, Version 4.2
• Up to 6 SIP accounts
• 4.3” Capacitive touchscreen LCD & advanced megapixel
  CMOS camera
• Built-in WiFi (802.11b/g/n), Bluetooth, mini-HDMI, SD & USB
• HD audio (available on handset and speakerphone)
• HD video (720p available via mini-HDMI output)
• Dual Gigabit network ports with integrated PoE
• Optional extension module (GXP2200EXT)
• Hundreds of thousands of Google PlayTM  apps available, including: 
  Skype®, Microsoft Lync® & Google HangoutsTM

• Android OS, Version 4.2
• Up to 6 SIP accounts
• 7” Capacitive touchscreen LCD & advanced megapixel CMOS camera
• Built-in WiFi (802.11b/g/n), Bluetooth, mini-HDMI, SD & dual USB
• HD audio (available on handset and speakerphone)
• HD video (720p available via mini-HDMI output)
• Dual Gigabit network ports with integrated PoE    
• Hundreds of thousands of Google PlayTM  apps available, including: 
  Skype®, Microsoft Lync® & Google HangoutsTM

Support for G.711µ/a, G.722 (wide-band), G.726-32, iLBC, Opus (pending), 
in-band and out-of-band DTMF (In audio, RFC2833, SIP INFO)

Android Video IP Phone with 7” Touchscreen LCD

Android Video IP Phone with 4.3” Touchscreen LCD

Megapixel

2 x 10M/100M/1000M Network Ports, PoE

Internal (802.11b/g/n) and Bluetooth

12V, 1.5A, A/C Adapter included

256-bit AES Encrypted Configuration File, TLS, SRTP, HTTPS, 802.1x Media Access ControlSecurity and Provisioning

WiFi and Bluetooth

2 x USB, SD, mini-HDMI,
Stereo Headset with Microphone, RJ9 headset jack

USB, SD, mini-HDMI,
RJ9 headset jack



• Linux based
• 4 lines, 4 SIP accounts, 5 soft keys, 5-way conference
• 4.3’’ 480x272 TFT color LCD
• HD audio (handset, speakerphone & headset)
• Dual Gigabit network ports with integrated PoE
• Built-in Bluetooth, USB, EHS (Electronic Hook Switch)
• Multi-language
• Optional extension module (GXP2200EXT)

RJ9, Integrated Bluetooth

G.711, G.722 (wide-band), G.723 (pending) G.729A/B, G.726, iLBC, Opus (pending), in-band and 
out-of-band

Supports GXP2200EXT modules

GXP2130

3 line keys, 3 SIP accounts

2 x 10M/100M/1000M (Gigabit) Network Ports, PoE

8 BLF/fast-dial keys

Weather, Currency
SDK/API for custom application development

• Linux based
• 3 lines, 3 SIP accounts, 4 soft keys, 4-way conference
• 2.8’’ 320x240 TFT color LCD
• HD audio (handset, speakerphone & headset)
• Dual Gigabit network ports with integrated PoE
• Built-in Bluetooth
• Multi-language
• 8 BLF/fast-dial keys 

• Linux based
• 6 lines, 6 SIP accounts, 5 soft keys, 5-way conference 
• 4.3’’ 480x272 TFT color LCD
• HD audio (handset, speakerphone & headset)
• Dual Gigabit network ports with integrated PoE
• Built-in Bluetooth, USB, EHS (Electronic Hook Switch)
• Multi-language
• 24 BLF/fast-dial keys

12V, 0.5A A/C Adapter included



RJ9, Integrated Bluetooth

• Linux based
• 2 lines, 3 XML programmable soft keys and 3-way conference
• 180x60 graphic LCD with backlight and 4-level gray scale
• HD audio (available on handset and speakerphone)
• Dual network ports with integrated PoE and full duplex speakerphone
• Power adapter included, XML screen and personalized Web apps
• TLS/SRTP/HTTPS, TR-069, auto-provisioning and multi-language

• Linux based
• 2 lines, 2 SIP accounts, 3 soft keys and up to 3-way conferencing
• 132x48 backlit graphic LCD display
• HD audio capability (available on handset and speakerphone)
• Dual network ports (10/100Mbps) with integrated PoE (GXP1625 only)
• Electronic Hook Switch (EHS) with Plantronics headsets
• Power adapter included, personalized Web apps and customizable screen 
  content and formatting using XML
• TLS/SRTP/HTTPS, TR-069, auto-provisioning and multi-language

Small Business HD IP Phone

GXP1620/1625

GXP1610

Small Business HD IP Phone

• Linux based
• 2 line keys, 1 SIP account, 3 soft keys, 3-way conferencing
• 132x48 graphic LCD display
• Dual network ports (10/100Mbps)
• Electronic Hook Switch (EHS) with Plantronics headsets
• Power adapter and personalized Web apps
• TLS/SRTP/HTTPS, TR-069, auto-provisioning and multi-language

GXP1620/1625

GXP1625 (yes)
GXP1620 (no)

2 Line Keys
2 SIP Accounts

GXP1610

2 Line Keys
1 SIP Account

No

Hold, transfer, forward, 3-way conferencing, call park/pickup, shared-call appearance (SCA) / bridged-line 
appearance (BLA) (GXP1450, GXP162x), downloadable phonebook (XML, LDAP, up to 500 items), call waiting, call 

histroy (up to 200 records), flexible dial plan, hot desking, personalized ringtones, server redundancy & fail-over

G.711, G.722, G.723 (pending), G.726-32, G.729 A/B, iLBC (pending), Opus (pending - except on GXP1450), 
in-band and out-of-band DTMF (In audio, RFC2833, SIP INFO)

+5V, 600mA or higher (GXP16xx), +5V, 800mA or higher (GXP1450) A/C Adapter included

Yes

2 Line Keys
2 SIP Accounts

Small Business HD IP Phone



• 8/16 FXO trunk ports and 2 FXS ports with life-line capability
• Up to 500 SIP endpoints and up to 50 SIP trunk accounts
• Up to 60 concurrent calls with up to 32 conference attendees
• Gigabit network port with PoE; USB and SD ports 
• 128x32 backlit graphic LCD
• Zero Configuration endpoint provisioning and no licensing fees

Yes (802.3 at PoE+)

• 2/4 FXO trunk ports and 2 FXS ports with life-line capability 
• Up to 500 SIP endpoints and up to 50 SIP trunk accounts
• Up to 30/45 concurrent calls with up to 25 conference attendees
• Dual Gigabit network ports with PoE; USB and SD ports
• 128x32 backlit graphic LCD
• Zero Configuration endpoint provisioning and no licensing fees 

UCM6510

UCM6510

• 2 PSTN trunk FXO ports, 2 analog telephone FXS ports with 
  life-line capability 
• Up to 2000 SIP endpoint and up to 50 SIP trunk accounts
• Up to 200 concurrent calls with up to 32 conference attendees
• Dual Gigabit network ports with integrated PoE; USB and SD  
  ports; integrated NAT router with advanced QoS support
• 128x32 backlit graphic LCD
• Zero Configuration endpoint provisioning and no licensing fees

T1/E1/J1

12V, 1.5A; AC Adapter Included

2

Yes

2 FXS, 2 FXO, 1 T1/E1/J1

• Linux based
• 2 lines, 2 SIP accounts, 3 soft keys and up to 3-way conferencing
• 132x48 backlit graphic LCD display
• HD audio capability (available on handset and speakerphone)
• Dual network ports (10/100Mbps) with integrated PoE (GXP1625 only)
• Electronic Hook Switch (EHS) with Plantronics headsets
• Power adapter included, personalized Web apps and customizable screen 
  content and formatting using XML
• TLS/SRTP/HTTPS, TR-069, auto-provisioning and multi-language



• 4/8 ports
• Integrated router with QoS capability
• Multiple SIP profiles
• Advanced security protection with SRTP
• Auto-provisioning

• 16/24/32/48 port models
• Multiple SIP profiles 
• Advanced security protection with TLS/SRTP/HTTPS
• Auto-provisioning
• Gigabit network port
• 128x32 backlit graphic LCD and multi-language 

• 4/8 ports with PSTN failover life-line
• Integrated router with QoS capability
• Multiple SIP profiles 
• Advanced security protection with TLS/SRTP/HTTPS
• Auto-provisioning



• 1 FXS port (HT701), 2/4 FXS ports (HT702/704) 
• 1 SIP profile (HT701), Up to 2 SIP profiles (HT702/704)
• Advanced security protection with TLS/SRTP/HTTPS
• Auto-provisioning

• 2 FXS ports (HT502), 1 FXS and 1 FXO port (HT503)
• Up to 2 SIP profiles
• Integrated router and QoS capability
• Advanced security protection with TLS/SRTP/HTTPS
• Auto-provisioning

/HT503

HT701/HT702/HT704

HT701 HT702/HT704

DP710

DP715 DP710

• Integrated base station and handset (DP715)
• Charging unit and handset (DP710)
• 1.7” 102x80 backlit graphic LCD
• Each base station supports up to 5 registered DECT
  handsets, and up to 4 concurrent calls
• Up to 10-hour talk time, up to 80-hour standby time 
  and multi-language support

& DECT IP Phone System

System

. . l)(

DP715/DP710

6V, 500mA for Base Station (DP715); 7V, 420mA for Charger Unit (DP710)



• 4/8 ports
• Integrated router with QoS capability
• Multiple SIP profiles
• Advanced security protection with SRTP
• Auto-provisioning

• 16/24/32/48 port models
• Multiple SIP profiles 
• Advanced security protection with TLS/SRTP/HTTPS
• Auto-provisioning
• Gigabit network port
• 128x32 backlit graphic LCD and multi-language 

• 4/8 ports with PSTN failover life-line
• Integrated router with QoS capability
• Multiple SIP profiles 
• Advanced security protection with TLS/SRTP/HTTPS
• Auto-provisioning

Dallas Office
2301 W Plano Parkway, Suite 208 

Plano, TX 75075  USA
Voice: 1-469-241-0100

Los Angeles Office
1208 John Reed Court

City of Industry, CA 91745 USA
Voice: 1-626-638-9172

China Office (Hangzhou)
3rd Floor, Building B, #18 Tang Miao Road

Hua Xing Modern Industrial Park
Hangzhou, China 310012
Voice: 86-571-8684-9591

Venezuela Office
Paseo Cabriales Ave, Valencia, 

Carabobo 2001, Venezuela
Voice: 58-241-823-4744

China Office (Shenzhen)
5th Floor, Langfeng Building

#2 Ke fa Rd, Nan Shen High Tech Industrial 
Park (Central) Shenzhen, China 518057

Voice: 86-755-2601-4600  

Morocco Office
97,  Ifni Street 2nd Floor #12 
Casablanca, 20000 Morocco

Voice: 212-522-450-742 

CORPORATE HEADQUARTERS
126 Brookline Avenue, 3rd Floor

Boston, MA 02215 USA
Voice: 1-617-566-9300

info@grandstream.com
www.grandstream.com

ResellerConnect
GRANDSTREAM

Sign up today at 
reseller.grandstream.com 
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• 1 FXS port (HT701), 2/4 FXS ports (HT702/704) 
• 1 SIP profile (HT701), Up to 2 SIP profiles (HT702/704)
• Advanced security protection with TLS/SRTP/HTTPS
• Auto-provisioning

• 2 FXS ports (HT502), 1 FXS and 1 FXO port (HT503)
• Up to 2 SIP profiles
• Integrated router and QoS capability
• Advanced security protection with TLS/SRTP/HTTPS
• Auto-provisioning

/HT503

HT701/HT702/HT704

HT701 HT702/HT704

DP710

DP715 DP710

• Integrated base station and handset (DP715)
• Charging unit and handset (DP710)
• 1.7” 102x80 backlit graphic LCD
• Each base station supports up to 5 registered DECT
  handsets, and up to 4 concurrent calls
• Up to 10-hour talk time, up to 80-hour standby time 
  and multi-language support

& DECT IP Phone System

System
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DP715/DP710

6V, 500mA for Base Station (DP715); 7V, 420mA for Charger Unit (DP710)



• Extension module used with GXV3240 & GXP2140
• Features 20 extension keys and 2 arrow keys for page switching
  with bi-color LEDs alongside a large LCD with 320x160 resolution
• Device powered by the host phone
• Up to 4 modules can be cascaded to provide display of up 
  to 160 extensions

• Android OS, Version 4.2
• Up to 6 SIP accounts
• 4.3” Capacitive touchscreen LCD & advanced megapixel
  CMOS camera
• Built-in WiFi (802.11b/g/n), Bluetooth, mini-HDMI, SD & USB
• HD audio (available on handset and speakerphone)
• HD video (720p available via mini-HDMI output)
• Dual Gigabit network ports with integrated PoE
• Optional extension module (GXP2200EXT)
• Hundreds of thousands of Google PlayTM  apps available, including: 
  Skype®, Microsoft Lync® & Google HangoutsTM

• Android OS, Version 4.2
• Up to 6 SIP accounts
• 7” Capacitive touchscreen LCD & advanced megapixel CMOS camera
• Built-in WiFi (802.11b/g/n), Bluetooth, mini-HDMI, SD & dual USB
• HD audio (available on handset and speakerphone)
• HD video (720p available via mini-HDMI output)
• Dual Gigabit network ports with integrated PoE    
• Hundreds of thousands of Google PlayTM  apps available, including: 
  Skype®, Microsoft Lync® & Google HangoutsTM

• Linux based
• 4 lines, 4 SIP accounts, 5 soft keys, 5-way conference
• 4.3’’ 480x272 TFT color LCD
• HD audio (handset, speakerphone & headset)
• Dual Gigabit network ports with integrated PoE
• Built-in Bluetooth, USB, EHS (Electronic Hook Switch)
• Multi-language
• Optional extension module (GXP2200EXT)

RJ9, Integrated Bluetooth

G.711, G.722 (wide-band), G.723 (pending) G.729A/B, G.726, iLBC, Opus (pending), in-band and 
out-of-band

Supports GXP2200EXT modules

GXP2130

3 line keys, 3 SIP accounts

2 x 10M/100M/1000M (Gigabit) Network Ports, PoE

8 BLF/fast-dial keys

Weather, Currency
SDK/API for custom application development

• Linux based
• 2 lines, 3 XML programmable soft keys and 3-way conference
• 180x60 graphic LCD with backlight and 4-level gray scale
• HD audio (available on handset and speakerphone)
• Dual network ports with integrated PoE and full duplex speakerphone
• Power adapter included, XML screen and personalized Web apps
• TLS/SRTP/HTTPS, TR-069, auto-provisioning and multi-language

• Linux based
• 3 lines, 3 SIP accounts, 4 soft keys, 4-way conference
• 2.8’’ 320x240 TFT color LCD
• HD audio (handset, speakerphone & headset)
• Dual Gigabit network ports with integrated PoE
• Built-in Bluetooth
• Multi-language
• 8 BLF/fast-dial keys 

• Linux based
• 6 lines, 6 SIP accounts, 5 soft keys, 5-way conference 
• 4.3’’ 480x272 TFT color LCD
• HD audio (handset, speakerphone & headset)
• Dual Gigabit network ports with integrated PoE
• Built-in Bluetooth, USB, EHS (Electronic Hook Switch)
• Multi-language
• 24 BLF/fast-dial keys

Support for G.711µ/a, G.722 (wide-band), G.726-32, iLBC, Opus (pending), 
in-band and out-of-band DTMF (In audio, RFC2833, SIP INFO)

Android Video IP Phone with 7” Touchscreen LCD

Android Video IP Phone with 4.3” Touchscreen LCD

Megapixel

2 x 10M/100M/1000M Network Ports, PoE

Internal (802.11b/g/n) and Bluetooth

12V, 1.5A, A/C Adapter included

256-bit AES Encrypted Configuration File, TLS, SRTP, HTTPS, 802.1x Media Access Control

• 8/16 FXO trunk ports and 2 FXS ports with life-line capability
• Up to 500 SIP endpoints and up to 50 SIP trunk accounts
• Up to 60 concurrent calls with up to 32 conference attendees
• Gigabit network port with PoE; USB and SD ports 
• 128x32 backlit graphic LCD
• Zero Configuration endpoint provisioning and no licensing fees

Yes (802.3 at PoE+)

• 2/4 FXO trunk ports and 2 FXS ports with life-line capability 
• Up to 500 SIP endpoints and up to 50 SIP trunk accounts
• Up to 30/45 concurrent calls with up to 25 conference attendees
• Dual Gigabit network ports with PoE; USB and SD ports
• 128x32 backlit graphic LCD
• Zero Configuration endpoint provisioning and no licensing fees 

UCM6510

UCM6510

• 2 PSTN trunk FXO ports, 2 analog telephone FXS ports with 
  life-line capability 
• Up to 2000 SIP endpoint and up to 50 SIP trunk accounts
• Up to 200 concurrent calls with up to 32 conference attendees
• Dual Gigabit network ports with integrated PoE; USB and SD  
  ports; integrated NAT router with advanced QoS support
• 128x32 backlit graphic LCD
• Zero Configuration endpoint provisioning and no licensing fees

T1/E1/J1

12V, 1.5A; AC Adapter Included

2

Yes

Security and Provisioning

WiFi and Bluetooth

2 x USB, SD, mini-HDMI,
Stereo Headset with Microphone, RJ9 headset jack

USB, SD, mini-HDMI,
RJ9 headset jack

12V, 0.5A A/C Adapter included

2 FXS, 2 FXO, 1 T1/E1/J1

• Linux based
• 2 lines, 2 SIP accounts, 3 soft keys and up to 3-way conferencing
• 132x48 backlit graphic LCD display
• HD audio capability (available on handset and speakerphone)
• Dual network ports (10/100Mbps) with integrated PoE (GXP1625 only)
• Electronic Hook Switch (EHS) with Plantronics headsets
• Power adapter included, personalized Web apps and customizable screen 
  content and formatting using XML
• TLS/SRTP/HTTPS, TR-069, auto-provisioning and multi-language

Small Business HD IP Phone

GXP1620/1625

GXP1610

Small Business HD IP Phone

• Linux based
• 2 line keys, 1 SIP account, 3 soft keys, 3-way conferencing
• 132x48 graphic LCD display
• Dual network ports (10/100Mbps)
• Electronic Hook Switch (EHS) with Plantronics headsets
• Power adapter and personalized Web apps
• TLS/SRTP/HTTPS, TR-069, auto-provisioning and multi-language

GXP1620/1625

GXP1625 (yes)
GXP1620 (no)

2 Line Keys
2 SIP Accounts

GXP1610

2 Line Keys
1 SIP Account

No

Hold, transfer, forward, 3-way conferencing, call park/pickup, shared-call appearance (SCA) / bridged-line 
appearance (BLA) (GXP1450, GXP162x), downloadable phonebook (XML, LDAP, up to 500 items), call waiting, call 

histroy (up to 200 records), flexible dial plan, hot desking, personalized ringtones, server redundancy & fail-over

G.711, G.722, G.723 (pending), G.726-32, G.729 A/B, iLBC (pending), Opus (pending - except on GXP1450), 
in-band and out-of-band DTMF (In audio, RFC2833, SIP INFO)

+5V, 600mA or higher (GXP16xx), +5V, 800mA or higher (GXP1450) A/C Adapter included

Yes

2 Line Keys
2 SIP Accounts

Small Business HD IP Phone




